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Deep Learning Based Speech Separation Technology and Its Developments

LIU Wen-Ju' NIE Shuai® LIANG Shan' ZHANG Xue-Liang?

Abstract
ences, the performances of speech interaction systems in real-world environments are far from being satisfactory. Speech

Nowadays, speech interaction technology has been widely used in our daily life. However, due to the interfer-

separation technology has been proven to be an effective way to improve the performance of speech interaction in noisy
environments. To this end, decades of efforts have been devoted to speech separation. There have been many methods
proposed and a lot of success achieved. Especially with the rise of deep learning, deep learning-based speech separation
has been proposed and extensively studied, which has been shown considerable promise and become a main research line.
So far, there have been many deep learning-based speech separation methods proposed. However, there is little systematic
analysis and summary on the deep learning-based speech separation technology. We try to give a detail analysis and
summary on the general procedures and components of speech separation in this regard. Moreover, we survey a wide
range of supervised speech separation techniques from three aspects: 1) features, 2) targets, 3) models. And finally we

give some views on its developments.
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FE T AR {5 Gn SCHR [11—13], 2EARAR e LL i 1
OB T R T, (R AR TR Tk
PR T S0 U RV R SR XA DL
TC P T 5 o Ty, Ok RS o R L AR T
BRI TR 5 43 25 T ik b, AR SRR ik o 5 F 1)
BT, EReiz AR o i Rk R, Hiid
B2 Y BT B R A= 181 SRR 67U R 4y
il — MR JE RS, AR AEAZ 4 38 & Al b B
ARIARGAMES K. Sioh, AR SRR 23 il (i HE T R R
W DI, ARAE N 2 SEBR N R ST e S 0 M
e — ANEBWE S S HOR, e BB H
B (10 A B ol ok gt e 8 el AT AR
W5 i AT S H AR @ A b — N BAR i
AR N PR T 0 48 g A S5 IV 1R 23 . AN T3
b V5 23 B TV, E ST U A R A M A
R ¥, BAT Az A PERe. SR, vHET a1
SO AT ORIV R R, A I T
T, SRR R IR AR, A, Tz
WA, R U 3 55 o0 BT AR AR AL LS 5 o R
BT

BE DB BT IRES G S S
ST, XA EREBAR B R Rk i — A
M2 S ) T =200 A R B ) B R G
TH A R A S BV, R AR I 2 2 2]
AN AT MR AE 3 43 25 H bR (19 2 2 AR i S
DR TR R B ) i ek B0 R, BT
TR R THESE )2 50, S T BRI R
D AR R —ASF T F0E S AT TA% G2 1) 1 25 G ik
Fi AR M B o B AN T B P Y 1) A 8] O A
N FLOT W IR 8 T R Ik AT AR AT B, AR B I,
AR 1Az P RIS e LU 254 T ot T W) e A
FARIAE 2 B (A T S (2 =23

MEB PR I A Bk, B & 4 &
T JRFAE . BERURT H bR = AN T T A A 1B
BRI P 5 NG L SR AR
INF AR IE, PR I 90 A8t 5 A AT R IR A B v
e (Short-time Fourier transform, STFT)24 Fi
Gammatone Wt uE I AR 7200 RN M, 355 50 2
AL T A3 DAy 8 FL AR SRR AIE A Gammatone J§
AR, Wang Al Chen 5575 SCHR [26—27]
RS HL A S5 R M T Gammatone JE U AR H 35
FRAE, $2H0 T — B A SRR 2 03 HE R AR AE. T
Mohammadiha. Xu. Weninger. Le Roux. Huang
S5 PH A L v o 2 8 L e ) B R AR
VB 43 B R 4 N BRI 4, 18,20, 28, 28291 L e i B
K DX 43, T 43 B IR AE ST 43 Ay IS AR TG ) 1)
R AR T2 ) (R REAE. IS B 8 2l ) R A A —
AN IO 5 R B, T ) AR AR N — S

SRR E, RO, BT AR AE S R I BRI,
PEVE B 53 58 7 VAR RN IS AR G AT AR, DRI kA
FH IS A5 5070 i) AR AE, 91 Gn SCRk (1] AR (30—
34]. M B, M BETE g B A AT RO )
RFAET—21,23, 85361 1 Wi P TR 9% 43 B R G0 1K) 2 2 5
T B R i BT RI R S LI () R
BEETEARG EEMHRERR W RS
B (Gaussian mixture model, GMM)™ | 37 5]
AL (Support vector machine, SVM)I26:30:32] A
AE 7 HE B 5> i (Nonnegative matrix factorization,
NMF) M KT, 5 45 5 FAT W PRI 23 45 1
LR R, R L2 I X e L e 25005 B
WaE ) EARE AR, Mw ARSI T2 E Rk
VR Ab PR 4 by, AR A TS I O i A R fE
N, e B s BUM S AL R RHE R IR, Rk, 1T AR
K, RPN 20 0 e A E AR A P
HEA T BRI BT, LR M2 M 4% (Deep
neural network, DNN) Q3 [ 8 2% > BT & %
JERER R M R, BT ORI N BNE A
rpi[5,18,20,22,29,38-39] {597 Le Roux. Hershey Al
Hsu %56 NMF 4 & B 2 45 16 91 N H 210385 55 7
B IS T BRI B PR T3 404U AR TR A B
R T ECORIIAE TR S, H A 2 AT A
THLARE IR A R H A T () O e M B
Sy B IHE B bR, W SRS A AL 1R 5w, )R Al
T ) HE i 5 e 2 % e A 5 1 H b v o %, S
TE BH R 3K b 7 95 40 B 1Y) 0 RE A8 A0 5 Hb ) o]
T A2-48] RV 0 TN RNV S R RS
REDS, 44491 (R IR ) SR Y B OR, MR R
X ¥ T PR SR O e EE PO Dy ik, SR
I3 BT ETF I R AR AL Ak v, RIS T 2 SR
(R THE =520 S T TR AR 5 R 2% FE BE & 4
gyrh, Williamson 58K i EFE MY @ 21 5 50, 42
S O HE R H AR, 1% H bR AR TR B 2 I 2%
(PR & 43 B R g b 2 R = T A v N T
o3

oy AR AN E BB TAUR, JL TR,
2 B E N AMIFFUE )2 A E AL TR, I
B B ORI T AT R, R e
IREEZE SN, AR R BE T W85 7 B R . SR
M, A B RV B o B vk — E LK Z — A R4
R AT AR GG, R — e gR VR TAERE 2, (1
A EAEAE R R T b i — N J7 1, B, Wang 55
FESCHR [17] oh O = T M B R 40 B 1 H bR 23 AT,
MAESCHR [26] T EZEELER T B MBS 20 B I RFALE,
FEBAT — AR 2 &5 R AT, RIS 35 A 6] I
AR A IR DL R KO EATHF . A SO B
VBB B0 S B BREE . BERRN H AR = AN 7
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X0 T B S R MR ARAE SN B AT T PR A
4. AR & DAL A B Ok i A T 9 B
Rt

ASCHIA LG IR 55 1 R T 2 2
R EERE M BEARRE S, 2 2 ~ 5 W A 2 T
BRI i RRIE . H bR R A OC A R
B, RASCHHT T RS, I NERI T, H
BRATYI i R4 = ATy o B v 5 2 B R AT
T BRI

1 RYgLE#

B 1 gt T e Rk e AR, 32
Iy 5 AEREEE: 1) IS iR, I S AR PR 5 ik
(W B D o 2 B L I o8 L I 48 ) g )
55 I i YR IS 5 . 2) FRAESRIN, 4
U 8 03 o I 0 o e ) IO W SR A, be i, Al
Bl B AR 3% (FFT-magnitude) %5 B8 AR
x4 (FFT-log)+ Amplitude modulation spec-
trogram (AMS). Relative spectral transform and
perceptual linear prediction (RASTA-PLP). Mel-
frequency cepstral coefficients (MFCC). Pitch-
based features LA Multi-resolution cochleagram
(MRCG). 3) 7 & Hbxs, FIJHAG v 2> B H AR BL
WA T A H R E S BB S, S &
(R0 AS [F) I8 FH AR A, 480 2 et o 3 8 R 3 ) S A
3 T VT AR 3 R 0 B/ R AR R T 3 R
BB . BN S, W B E TR S
I3 VR AR ] R MR G TR W i 2 B H
o 2 B3 D0y I B W A H A B 8 5 T A
(0 F AR AN S N B i H A, I A il H A I 25—
AMBERESIA TE— AN AR SRR A, A 7940 o 1 i
VP ARHE i T BEARALL; AR 2 W 0 il o 1
PN GR— M EBRAG T H AR i i 23, 45
TR L B H BRI  rT RE AL RE X
IS AR i 1 A P A0 i 5 A 5 380 52 o 2 PR
R RIOR B 9 05 5 R AR B U H R, Be U
WOF AN EAR AL VF BEAR S i, o2 AF e i) — Ak
ST RAT B B 27 21 1) H b, B2 sUHE A o — A
T e TSR, IR ST E 2], A
H b iz 7 i o B S il 0 A% SR R S 4. 4)
BRI YN G, I K A0 A A\ J R I 200 3l ML 2 2
SYIE A 2 A AT AR AIE 21 23 2 H AR B WA B
He, IR 2> B A S RARREUR] 5 iR A
A (GMM, SVM, NMF) FliE 288 (DNN, DSN,
CNN, RNN, LSTM, Deep NMF). 5) B4, Al
PS03 H AR A SR A AE S, 1A e (104
b AR e 5 % 1Y Gammatone JE3E) K73 H AR iE &
FIBTEAS 5
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Fig.1 A block diagram of the supervised speech

separation system
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I A5 73 i e HEA™ 28 48 1) W o A BRASEB) l od I)
AR MR, A N TR — 4 I S50 S B 0 e 20 A — 4R 1Y)
INF AU . 5 P () IS A0 53 i 7 2, 47 e I el B v A
#2401 F1 Gammatone Wr 3 JE IR AR 25]

R wt) = w(—t) j&—> L0 FRE R 2L
X(t, f) & —4Em3f5 5 o(k) 656 ¢ Wi, 28
I AR R e el B AR e R )

XXuf):1/+ma(Mu(k—tﬁmpbﬂ2wadk
h W
o 2 L B R E B (8, )
pa(t, f) = [X (¢, f)] (2)

o, |- | RoR S HURE BB ERAE. O T RS S
Lon, ik p € RO RoRmF il ¢ (i
W, XL P B AR A K. I HL AR
e 57 A AR 1 B4, LI S AR L e AR 4
(Inverse short-time Fourier transform, ISTFT) M
X (t, f) WHAEM x(k). W2, o lEd A H
B AR Jo I e ERL 2 45 R HOR S 5 119 73 19
B, Y, (8, f) RISV H AR 5 R LI
AR R H, B BARE S IR §(k) v DAt
ISTFT il'5

§(k) =
/_ _ Yo(k)w(k — t) exp(j2m fk)d fdk
(3)

U SRANTG EEANAL (R 5 W, 5 70 2 i R w] DL
e FAR TR B A AL v ), — B T H AR
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B IR g, € R, BCGIRATE S WARSE, 8
R ISTFT, G752 HARE S IS THEE 5(k)17.

Gammatone Wr i 38 3% A8 FH — 21 Wr oz 38 9% 4%
g(t) X AAT 5 AT IR, 19 B — 41 98 B
G(k, f). DEBE AR 3

t'=texp(—2mbt) cos(2m ft), t>0
=10 e

o SR A 1 = 4, b SR %E (Equiv-
alent rectangle bandwidth, ERB), f N UEH AT
LR, Gammatone JE 4% 41 0 IR Y %
O il S ] B Hb 73 A 7E [80 Hz, 5 kHz)]. 5530 E
iy v S O AR — 2 X (5) , nTBUE B
VR T HEIN, DEIE AT B 0 v

ERB(f) = 24.7(0.0043f + 1.0) (5)

(4)

X T 4 B Gammatone JE K 2%, Patterson
SRS T AR TE M A

b=1.093ERB(f) (6)

RJE, RAAL B B, BL 20 ms AWK, 10 ms
Shy i A e o s A 23 T (1) Y8 W) S A ot e
AbBE. 1S BT T BN AU R, BRI IG. A
WEWT R 5T KRG, IR IO b 2 b B
/N7, H T-F 2R, alak vk 550 6 A 1
W BN (B T dE AR R L) Re A, Wi E
TWrigi (Cochleagram) , A3CH GF(t, f) RNk
[T ¢ B f BN IT T-F U e

3 HFE

B B REME R IR B — N 2 S [, T AL
A 2] R REESR IO B OCE PR, SR
REAE B % A K 48 i 0 7 B I Pk . R IE SR EY
(R B A BT R A, 243 DAy IR A PR G ) PR R ik A
MR VR AIE . IS 500 5 TG 0 R R I A I — AN I 5t
BTG5 5 T SR IR AE, 33 4 031 1) e HE R 52 B 41,
B8 OV 21 50 AR /N IR 40775, F 2 Bl 2 6 1 5 1R 4
Ja Pk AVIEARNE (R 3R, TETR SRR 5 (9 I 25 45 4
U PR OGN, J54h, — AR TGRS 5, IRAESR
AE TR N BB SRR (0N, & ER). AR T 1
REAE T 530 DU 00 G Ay S S G [ 1 4
BARGH, Hltn, SC#k [1,26,30—32], XL RS
B A AN I AR G, fERE— N B IR Al 4y
H2%, FIMTAE— AU LG e g TR SR
ST MR T T R AE A AN A SR
17, IX A0 B AERLEE K, Re i I 1 & A I
SEHA, R R R A A DG, A L AR

HAEAANE HATW] 05 & BRI Wi i
TS T DA A R T T B R G, XA
ARG B A U R SO O R AL, L TN R
M 4 85 H b, B0, SCHR [17—20, 27, 35). T4EK,
B 15 B URER N, CA VF 2 W A Ak B 4
HHJF R 265 2> 2 b, WA TARGFR > B PERE. R
T, FATI TR S S A5 LA H T BT SE AR AL

1) MR 1B 24 (Mel-frequency cepstral co-
efficient, MFCC). 4 T 15 MFCC, fai A\ {5 53147
20 ms P AT 10 ms WAL (1 73 Wit SR A —A4>
DO e BEAT I AR #E, R STET 57 e i,
K fie i AL BRI, Bn, S e SRR B
Ri%A e (Discrete cosine transform, DCT) Jf Kk
BB B ZE 2R IEAT 2 39 4ER MFCC.

2) PLP (Perceptual linear prediction). PLP
RS ST BT Ak 10 1 PR 22 S 1 Ok B o 22 1) S i
G5k, —RON N2 ST S N OCHIRRE, B2
M RES P, MBS PO —FF, FRAMEH] 12 B
(P2 Pt A2, £33 13 4 PLP RFAE.

3) RASTA-PLP (Relative spectral trans-
form PLP). RASTA-PLP 5| AT RASTA &3 F
PLPB A%} PLP #§1iF, RASTA-PLP XiMg¥ 5
I, BT B EE . M PLP —FF, 3411
VL 13 4 RASTA-PLP $§1E.

4) GFCC (Gammatone frequency cepstral co-
efficient). GFCC f#1E /& it Gammatone Wit ji§
AT, AT — Gammatone JEJ ¥ ! 4%«
M 100Hz HRFESUR AT RAE. 13 3K R AR 1
SEOTARERAEHEAT IR B I . e, i DCT 45 3
GFCC. ##s3CHk [56] I, — MR 31 4B/
GFCC FHiE.

5) GF (Gammatone feature). GF H#fiE[FHEH
JiA GFCC K, HEATZ DCT I, — &
PRI 64 () GF RFIE.

6) AMS (Amplitude modulation spectro-
gram). T iFSE AMS H5E, 1AL 5 A7 i
B, AR BEAT U7 22— PR, SilRR S A S 2R
32ms WA 10 ms WIFE FEAT 7o, 38 2 W] &
EALTE, R STFT #3345 50 4% oR, Jfiits
STFT M@k A 15 AL A3 5 s A e
15.6 ~400Hz =M%, 152 15 4E/ AMS 1k

7) BT AR WL (Pitch-based feature). Ji
TR R IR A ISR T ZO0 B AL, T
AN I AR TC S SRR AR, X SR REAE A 5 I A0
JoHE HARTE & B e ae k. A A G S 1
Cochleagram, #& J5 % & — AN IGTHE 6 4EH)
BB RFAE, VEANIR TS VE AT LA 26 30k (26, 57).

8) MRCG (Multi-resolution cochleagram).
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MRCG 1422 5 T & 15 5 1) Cochleagram #
JNIF). JEIE Gammatone JERAIINE i kb B, FRAT
AEA3 2T 15 5 1) Cochleagram KR, SR A ilid DL
AR L MRCG.

TR 1. GEAE S, T 64 @i Cochle-
agram, CG1, XJ&F—N A5 7o HON B A

S 2. [FAFEHL, F 200ms AWK R 10ms )
k% oh 5 CG2.

W 3. ATH K 11 IR SE Sk 11 41
WNTTIE RN CGL BT, 733 CG3.

TR 4. M CG3 it SR, A 23 x 23 1)
TR ER CGL ATy, £33 CG4.

S 5. 1L CG1, CG2, CG3 Fil CG4 33—
64 x 4 B, B MRCG.

MRCG & —Fh 2 43 HE IR, BEA ST y
(R 2 HE AR AR, A EAR 2 R PE AR 7 R R AL

9) fHLHIEZ S (FFT-magnitude). A K1
BAE 5 AT o AR B, AR 5 R RS 5 8B4 T STFT,
32 STFT RE, RJE%F STFT AT /ER1S
B STFT g JE .

10) A& HLm6 £ 2 3% (FFT-log-magnitude).
STFT X & e )& 7E STET i FEv i Jhith b Hont
BERER 2, FEH BN WA T P s o)

PL B A 2 R W 0 AR5 I 2 T 40 B I T R AL,
XL AR 22 [A) BE AT AE T AME MAFAETUARPE. W
XTI EE, GRCC Al RASTA-PLP 45
i) 2 M T 4% 1 N g 2 AN U TE 45 140 1Y) B BF o
ERO. 5 R T E T A A R, T Iy
TEXT 5 o 4 B8 R EEAEH, IR 2T Bos Bt T2
B IR AE A AR AR BT 4 A #2038 Bt il o
e vERe, T H ST IR R AR &R, AT AN
VG C (R WT 3 25 A A AR Rz A kg AR, A6 g
AT, HERHL AL T B R R AR g,
DKL Sk ik = 185 38 &5 0, 6 T 6 o IR A AN e Tk
BRI 03, T JCiE A PR 5 B, R A S B .
) BT I IR AR A0 N FH BV 2 B R 201 s
b B BNEE RO A XA, AN
() Ir) R, B AT 2 TR AH B AR J3F 1 SCAH EARHSE. 4t hix
— I, Zhang 55 T Wb Hb A 3 2 ORI 2 43 25 il
G RN EHER M4 (Deep stacking network, DSN)
o[RBT A S R PR R REBAL A
P T3 B RRAE, AMS [R]I H AT & R s B R,
Re 8 [] I B Tl 2 BRI o BB 5 40 &, AR,
AMS iz bt A 208 g5 S ANRRIE Z 18] 1A
[ FEPE, Wang %8 Group Lasso HIFRFAEILERE T
143 %] AMS + RASTA — PLP + MFCC 3 fk
REAE 4B 261 G A A R E A 25 0 AR 4% 1R T R
137 808 B VE B oy B PR AR HL S 25 A T R sk

FRAE, JloA A E o 2 B R G dc PR AE. ARG
fEWE LA AF N, RRAE S IBON T35 3 70 3 2 Q)
FERF T~ FoAt AR AR 8038 20 5 Re i, Chen S5 32HLI) 2
S HERRFIE MRCG RILT W5 (AR #4271 2087 I
f& AMS + RASTA — PLP + MFCC {41 & R¢1E
J8 R 1 O 8 B IR A 2 . A B A
W4 F, FFT-magnitude 5 FFT-log-magnitude
A& I IV B 4 BORRAE, BT s A A A, A
XtF FFT-magnitude, FFT-log-magnitude AE1%™
RSy, R, — SRR B, TEE S B,
FFT-magnitude 4§ FFT-log-magnitude®®.

i > BOK R B BB Be, MRCG M FFT-
magnitude 435l A Gammtone $5 FiE HL A8
BT e F IR A SRR, AN, T IR S
() LIS AR AR AR, — B8 23 U SR AR 1) — B 22 40 F1
T ZEgy, R, O T 2 AE R, G R
MESY R LR 3Cmi. Chen 25832 HI{EH ARMA i
B (Auto-regressive and moving average model) Xf

FELEEAT T AL L, SRt — B Pl 5 40 B P BT,
4 B¥r

WE A EAVFZ EEN N, BEiE R EA
PIANJTIH: 1) DONEAER BARSZAR, 4 m N H0
g 555 (10) W) el P R e o, Bl Y T A
2) LIMLEAE R HBRSZ A4, 52 mL s ) iy 5 2 1) i1
HERA ., G S T R 6 T A R
W B EHER, BN 2% DIMBECR, Fl, LA
T2 e M T ) Rl SRR T B Dk H AR IR T )
12 ZR G H AT AR D o VRO AR A e A BEAR R RE
fig S 5 AR v T U IR 1 RECY), Weninger %545
HE S 7> B REEME 5 R (Signal-to-distortion
ratio, SDR) FliE & I 174 i % (Word error
rate, WER) 3 W (AR DCPED]) Weng 25K £ 1 i
NG 8 N T 8 DR A S 2 R v T R
BEOL. RN, e MRAEAE VT 2 2250, LASR
eV PR AT SRR R B O H BRIV S0 B R G
T 25 PR VR G v B P IR By, AR BB
RO B IR AR, T LA i U HER R H
B B TR 27 25 R 40 0 22 M OV TR 1oy, (ETE & o
B RS A REOR B VR ), AR AR LR
B BN E R H AR, VP2 HARR A o) H ARt g
W B2 B H BRSO Ly =28 I i
R A v R R N AR . G IR A4 R
B R Ak 1K) AR B UE 1] e Y 5 b A o e
i v T T S R e i A T8 B N AR
R 08 44 I R A R RN 381 SIZ o I FHASE TR o AR
A Ay v T Ak B 5 AR A v LAt H AR IR 2 R, 451 4
T U5 600 b T A Y.



824 H | 1k

F {4

42%:

4.1 BHRER

N8 A 1 43 B R E AR, H LI I A
FE A AR AR HE ORI BEALY (A FE G, EIRE R
M 2 BV ) T AR G . — HAN TR
T B E AR, W RN IS AR AR B, 8 AR
BRI AT i H bR s S IR . B2, &
(1) —LCRiF 5T W, A AR ST T4 v v 5 1R B
A HAAEEAERAPY. Sk, S A R
I AU i Fm B AH 4k 42 H ) 91 dun 2 003k 1170 37 1 48 e
(Complex ideal ratio mask, CIRM)®3).

1) HA —{HHE# (Ideal binary mask, IBM).
PEAR “AHHERY (IBM) JE W37 50 70 B 1) 3= 20t
HHARCY B2 WA I e A KR A BRI
A EEAAAT 621 TBM S — N AR R I A Wi R B
TH s 2 3 P T R U AR B X TR AN A
BTG, WIRJRHEEELL SNR(¢, f) KT H— R
i (Local criterion, LC), HEilekE B M. 70 # bw
b 1, SRR 0. HARKYE, IBM ()€ k-

1, # SNR(t,f)> LC
0, Hith

Hrp, SNR(t, ) & X T WY ¢ MR, f )
I AR T IR R RS M L. LO' IR 0 1 & 1) m i
FERATT RIS, — s LC N TREE
fEMEEL 5dB, XA H K28 7O/ B2 2 (11E
TR R B, AR EE -5 dB, WA Y
LC #WE N —10dB.

2) Hbr —{HHEil (Target binary mask, TBM).
AT IBM, HAr fHHE#k (TBM) g4 i
(IR B MR B SRS, TBM J i i 4l 4 i
B IR e A — AN [ 8 1) 2 i (Speech-shaped
noise, SSN) HIEERTHEAF R, Wi, /2 (7)
T SNR(t, f) WUZMZ 2% SSN M A& SE s i
L o A DRS = G N 23\ T R o = VA L = (P
Bt i x TBM A 1 A1 IBM AHAR ) A] e 22 4
031 TBM AEME 4 i 1 3 10 ml 1 8 110 B R A e R
BT 5 N DA O (R I s g R 5, EE
RE B E I LR 20 A1 A% T IBM, TBM #l fig
25 2.

3) Gammtone 31 H AT E AR (Gammtone
ideal ratio mask, IRM_Gamm)

PRARVFAE HE b E ST

IBM(t, f) = { (7)

B S*(t, f) "
TRMgamm (t, ) = (Sz(t, f)+ N2(t, f)> -

( SNR(t, f) )ﬁ

SNR(L ) + 1 (8)

Horp S2(t, f) FN2(t, f) e LT RAEE
IF IR ¢ FIARER D f AR I AT B0 TG R 1 2 AR 1)
Aett. B e A RJE I L W ECE T
g JE ARG, B4 IRM {E 0 R 4E g 98 ik
BP0 KSR R 8 = 0.5 &
EHE, eIy, 2 (8) R34 T7 dEGJE Bk 28 AEHAHAL, M
YEGNIE I A I B R DAL (9

4) A8 HL A e ) AR P HE i (FFT ideal
ratio mask, IRM_FFT). XL T- Gammtone 351
PRARRAE A A, A8 HL S ) AR HE i IRML_FFT
e SRR

LA
Yot P + Yalt NP

P.(t. )
R NS R

Hrf Yot f) RY, (¢, f) AATRA TS el ivE &
RN TR RS B R AL Pt f) A1 Po(t, f)
I3 A BTN IV ) e

5) KL I HL ik A2 A il (Short-time Fourier
transform mask, FFT-Mask). 4[] IRM_FFT,
FFT-Mask ff]5E X401 F:

IRMFFT(t, f) =

_ V()
X(. /)|

o Yo, f) 1 X (¢, f) R 2lig s 2 AR A s
() Jd AR B A 6 R k. IRMLFFT (1) SR VG A
[0,1], %48 FFT-Mask B0 A LLE 1.

6) I L ¥F {H # # (Optimal ratio time-
frequency mask, ORM). FEARVZ{H AL (IRM) &
B AE 5 MR 2 ANAH SR B 45 AF T, BES HUAS de /)y
P77 5 22 7 ST B R A e Ll 1 2 (42431 AR /e B sk
ISR VR A 5 I AR E A RNE, R
AN, Liang S514245) G — R SO 1M
Ji R ZE N I LB HE R, 52 S

ORM(t, f) =
(t.1) + R DY (8 D)

P
Py(t, f) + Pu(t, ) + 2R(Y (L, )Y (¢, f)() |
11

Horpy R(-) RoARIEEW S, * R ILPusiE. A
X IRM, ORM 58 T 155 R & R AR DGk, AR
A R B R, Ai vHE BEA BE K

7) SEIRI B A AR (Complex ideal ra-
tio mask, CIRM). &4 ¥ IRM & SCAE MR B2 88, 1
CIRM & XA EH. H HAr &k f CIRM 1EH
P E ) STFT R332 HbsiE & 1) STFT

MCLS]CFFT('[I, f)

(10)
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FH BARMY, 25 B R R ¢ R
f A G STET &% X, M4 HARiE 34Xt
N ICH STFT 2% Y vl 84
2R

Y=MxX (12)

Hop, x 8 LR HIEERAE, M 5 SUN TR ¢ F1
BNy f AR T CIRM. 8k 2077 4 5 3 AT
RETI A3 21

XX X2+ X?

Hr, X, FY, 25 X MY fscs, X, MY, 7
i X FMY [PREES, § AR, X M, f M,
3l M OSSR AESE, A,

X, Y, + XY,

(13)

M, =S (14)
X, Y, - XiY,
M= "rxr (15)

5 S BR B 23 25 I AN ey BT O
M, T2l Al v LS M, g M. {2 M, i
M; FIBUE RES L [0,1), XA SR M,
M AfvEHERE. BRI, 75 S Br I om0 00
IEV) R M, R M, BEAT0E IR 4.

4.2 EEREILGT

W SR ANZE FEAH AT R 5% W, 2 40 5 I ] DL
A6 0 H AR TR I P IS I PPl — BN G 1ES ThvTE
il T H bR 2 IR R 1%, R RS 15 AR AL AE
N, T AR BRI 45 21 H AR TR S G H TR
fE 1A FE Gammtone SIEEHEF STET i %

1) Gammtone 3 I /& % (Gammatone fre-
quency power spectrum, GF-POW). W3/ 5 4
it Gammtone JE A% 2H 3 BN 73 oD & Ab B, \)
DL 2] —4E i I 45K 7R Cochleagram. B A4 it
H #7185 % 11 Gammtone 30 % 1% (GF-POW) fig
i SEE S 14> 5. X T Gammtone JEHE, BT
B HEN AR 7k, FeATTar DLl i A o ) GE-
POW FIR & & 1 GF-POW 4t — AN I S i
VSt )/ X2, f) KA H PR EST MR, L
Wy SZL(E f) B X2t f) 43l i i 2 VR A
W /E Gammtone $8 TN [RIMY ¢ AT K f (1)
I TG ) RE A

2) B B AR i 1% (Short-time Fourier
transform spectral magnitude, FFT-magnitude).
I 4l 5 el D 2 AR B, SRJ5 L STET, AL
133 eI IR, WA FEAHAT )5, FRATT

A LA E AT HARES I STET I8 1%, ) R 4G
TRAE S ARS8 IFTST af LG43 3] H Axis
B IS R
4.3 FRET S

TES 40 3 B AE TR A8 5 b 4 B HE S R
SR LU o A T PR AR RS A Ok 2 B H RRE
5 EE AR I AR S — AN TR ) H AR, B R S B
()T 5 0 5 N FH B A B 2 1R 2 B H A, EF XX
) B, R S I R B, AEIX BTy I
FERLAE A — AN 1 v S R RN 81 L A N P
AL e G R AR Y B o R AT A A
THERARIN A i, LA 200 H AR 2 Al 1T B bR iE & 1
e 5 T B 2 e P T, B B v v U R A 2.

Huang 254 HURHE i 7 21 H b5 0 B2
i1, 281 RSk [29] IR AN R I 4 A1 i
T BRI B B i R B D RS AR 32 N
B L5 10 Jslbpdan 2, il 2 B, T I AT
I A T8 2 PR R 0 M YR 25 V8 2 P T P v i 1 oK
AP IR i R B M, RN M, R e 2R X 4% A e
B (VR B O (DA ) TR B,
¥

9.,]

M 19| M, — Ol
9+ 19.,]

== . (16)
9, + 19,

Hidden
‘ layers

..

P12 Huang %542 H K75 553 85 5 G510 0 45 45 4y )

Fig.2 The network structure of the proposed source

Input layer

separation system by Huang et al.l?®l
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22 PR, AN R VS50 I AT ki pR B, IS A0 i R 2
SRR RN, JFEA AR, FEwd B R ER
ZEFF LA R BB Y S 40
Wang 53 H K I S0 il il A 21 B b i 9 8
AU 7R SR [21) h, EEATHE A S A 4R 0 4%
(KB 4y, HEikl R MR A B2 11 STET g 5 i 4
TFHAREEN STET 8 &, AR5t ISTFT, F
FHVRATE S A AL AS BAASHHK) STET i Je i 2
HBRIE S I T, i 3 Fios, bk i s skl 7%
5 bR B R 2 B n TR S A T N 4%
W, B m 55— N RZEMEH, e LLE K
AT, FOR WA TES K STET 1821
T HRRTE SR STET MEERE 5.
y,=mQezx (18)
PP T H bR v T S D in b 6 I (A YR A 1 R A AL
p N B0 B AR 4 2 R A A3 21 H AR TE - 1 I
WIS .
8 = IFFT([e, flipud((c2:a))]") (19)
o e /& HAR B I E AR i K50 e et
I AR S SR

c=9y, el

d=F/2, F 2R 228t K. fipud @ X
T ER LR AR, - R RN EAE. Tr
m:n WHEMN m 2 n FICEMERE.

(20)

Estimated clean signal

IFFT

ﬂ Mixture phase l [ Masked magmtude
" Mixture magnitude }—.{%
Y
[ Hidden ]
Ty
[ Hidden
Ty
[ Input features ]

B3 Wang 254 T 5 4 B R GG 10 I 2 45 4y 1)

Fig.3 The network structure of the proposed speech

separation system by Wang et al. for speech separation[m]

Narayanan 25600 $ H 7 I 5518 bl b\ 21038 2
TR IR P 22 AR ep I AU A A o 48 19X 246 1) v ]
AL WA N P M T AT P B T AR
TEREAE, AR JEHI BT 2 P48 g TR SRR AL T,
WP 4 TR, 3 T IR A A A A 2 I % 1 H ]
b ER 2 8 s, A L AR R £ 4 b
ST R AP, D) Hb 102 AR I T 2 0 IR A H bR
TR, SO 45 R B oR, ISR i 2 A B
B R, IX MR s T RO SRS S
(B AFAE VIR

Estimated state postetiors

OO0

caugtf
CCFTCFW

Global m:

3ullepow ASNOIY

Fixcd layers

Es[ll’ndtud ld[lo mask

Mel spectrum }_“ X < b( X /\ A /r\> j%’
2

- Dﬁ\h\?ﬁ \Cyag

OOCO0®

[ | .
Feature extraction

ST HH I ol 2 9 4 1 45 g 6]
Fig.4 The structure of the proposed network by

Input signal

Kl 4 Narayanan %

Narayanan et al. [60]

DL A 41 B R B PR 0 B 1 5 B H bR, A
A i H b, AR B R i L AT B ok TR SR B
3, T HLEA W S B AR 11O B2 AR, T
Bk S oy B s o H b, o B iE S e
i A O b B v U R TR, AR TV 1R W R R
SRR GA R . B AR 0 31 10
A, LT 4EAhuE, AMUAE R = B
V) R T L R % S MR v N T o, A
VB FH M2 T PR D0 R 8% TS s P £ e LL 3 2
FHEGF AR A, TR E R RGOS oD — =
SR B G e LL 3 25 H AR, &5 8 T & A
IR S, E A B AV AL i 1) 2% > FE AR AT
WK, HRT AN BB T 4y B b, 2Rk
Ty I i, #RAAE SRS AL B, ST
WA AHAE A SN 45 e v 5 1 B v B A T B
%.Eﬁﬁmﬁﬁﬁﬁ%ﬁ%ﬁngmmﬁﬁm
Bl N FH B B R oy B, INTE T R T R
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i I R AL ) F S LR T F AR
PR, AR I i H b, B D L B O R,
N G2 20 3 AR BEOK, Y AR 5 e 5 35 A1 v 1
e A R I R A 0 P 5 e P00 B s
HER H b5 IE A B T BRI R R, 1T A2 e
A N 20 5 B BT AR b B AL T B 25 1
H bR, 910 H AR 25 1 s 78 2 UM IR S
e IXR s A ) B ISR Ak AN 52 B H b 54K,
HA, 1B 2N FEE DB ARET.

5 REY

VB B RERS AR F AR MR IA B — N B P 22 5
], — A~ B ) M B R ) S AR R H 2 S A
2% ] — A Aty AR AR 30 43 25 H bR ki s 5. H
WA VF 2 5 BN B985 o &b, A
RURERT LG 2 JREBIR AR ERAL. 7R
S0 A P T e [ 1 U U R R T %
T4 N (1) 2 W IS0 B TG 1) 23 A AT R 3R B X 73
PR, it GMMM FiT SVMBY | B3 0
(10 17 W R I 5 R A T R B i, AT I V5 s v
TE AR (R 4y, Bt NMEF Ry 2 A0
A MW B S A FRHE ) RE T, DAL, e AT
FARH T N LT IREAE, 5546, v JZAR T Xt e 4k %
s 4 BRI e ) 38 LA B, AR M S T R S
T2 BV 5 TR IR I A DG k. YRR A I
JUAFE R 52 BRI IR 27 SR A5 185 T R 55
SIS EAS T BRI L. i TR S B kA )
e PEAL B, Al 15 e REE B B4 U A Eds ok H
brfefa IR S, AL T 2T R 2 A
i 40 TR BT A6 () v R ES R, T RR AR T U IR N TR SR
FEORE AR, Ty LR S A58 2R 4 K T 429 2500 b i &5 4
AR PR G R A TR B S AR R LR, T8
O B AN REAE A A ) ARER SR T R I
G5Ke, X LR PR AR IS A IR A BRI AT L. 1F
2RIz N BIES 4 R, G DNNDS),
DSNB3=34 ONNI22l, RNN[19-20.28] ' Deep NMF (23]
A LSTMEB,

5.1 REEE

1) B AR (GMM). &R A B A fe g
ZIH AT 2 5 2 10 40 A0, Kim 251 R GMM 43 3
PR AN H BRI T R IR 0 R e
F2 T IR I AR O REAT AR, T HL AN A A ST A
B, 7EMRE B, 45 52 I A5 TG IR R N R AL, T
B B AR B R A SR, R EET I
W S A I, 0 BT B A G R A H AR TR R RIS R
M ) R RE S AR 1, mIERIE R
0, 4 Jr A7 B IS A3 o o A 0 0 LR ke, D) A A i

TR SRE, R A T R AR HE R IR A T
Gammtone JEHHH B H bRTE 5 K I .

e TR A A — R AR U AR, H AR
IR IR AR T R AR 0 A MR 5 2 3 1 I T
ML R AR Z ALY, I HE A REIZ I HFAE
I ME R, ANREREAT X PRI R, ARSI B —
AN SR, TOVEA IS [B) AR L, TR I 2% S 3R
IZRAIARACHT IR, ARMERAT S HIE.

2) SRR ML (SVM). SCRF ) SLEENS 27 ST 3L
P K e 23 2K, AR 3 AN [R50 (1 8. Han
A2 R SVM RHEE— AN I I A e A7
HE, 2 2 H RS TR 23 I IR T AT e e 1
FRIERR TT B D o3 T AE R BE, A A IR AT
FRYRFAE, T3 55 58 20 S I £ P 25 S B A8 G 11

LT GMM, SVM B3 7 5 4 18 3 S e
FZ A TEfE. X F BT SVM X . H
& SVM A5 SREX — ANIHIU C EAT S g 8, 722
W& T AT 22 R PR DG R E 25 1R I A 5 K R, )
B SVM J& R E B JF 38 A R AE Hh 5 F0 2 Ak 2
S IRED).

3) AEFSEREM R (NMF). B R/ iR e 3 44
(P72 2] T3, 6 RET2 4 B B 7E 3 5 v 1 )
R, R AR X € Ry, ARGV FE O ik
X TR R A AR U BRI R, X ~ WH, 3L
W ARSI, H ORI S R EGERE. Y
A AR B 4 i I P 380 A0 v i o e P 5 3
NMF Ge42 8 15 5 e 3 1 2R A . 7508
B, E ARG By, RS 1 R
A3 ZE NME A= 7Y 75 3105 2 A i L. 4R
Ji, TEDARE B, ICA 1 o AR I 3 1 R B 1S 3 —
AR B VB 5 23 DB M 20 1) B K I S
I 152 I JE A0 B, B RL R R Y & AR A
TR AL R ZE SIS, T SR 5 X Y
(T R B T B R, AR R R AR S e R 2 A R
AT 53 5 TR A T v IR 5 R

NMEF & 52 S A Y | A1 2 221 e v - s v 1)
MR, A6, S AL T, NMF (14
Wik R AR BRI, ARk B SRR, KPR T
NMF 7EWE 5 7 25 ) sebs .

5.2 RERER

1) FREML ML (DNN). DNN 2 55 0%
R AN IR DNN 8% NN Z, BT
AN RS R — AN R AL, & AR IR HE
&, LRSI — B, TR NAR B
2. EUAGI AR M AL BRAE S DNN HA iK%
AN IR ), RefE SR B T A B 06 H R
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H UL, IR 2843 2132 FIWEST, 7R A G
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e IR RS L e AR, Wi 5 P, BRSO
X 500 5 WA R N RRAE, 38 I PR A B2 R AR e Pk
AR RN A R B S PR AR e, A TEAS B0 R it ) H bR
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Fig.5 The structure of the proposed DNN-based speech

separation system by Xu et al.l*®l

S 5 R 7R Xu S5 H K5 AR KRR 25
Bl IR 7O S > BERE. R, HARA T
B T8 75 PR B0 B 1% 0 — AR IR XA 55,
SRR RN ZR B A AT ROt I R i) Rl Hz
PEPERER A HE (K ) .

2) KFEHES 2% (DSN). 1 5 {5 5 R IR )
I PP A SR, PR TUIK S8 P RS B8 v 35 3 B IR
fiE, AL, Nie 263 FH DSN 12 A BT R %)
I A0 (R I P A SR P HEA T 28, 5 U DSN-TS,
WiEl 6 Bz, DSN [EEARBHE — At — A
JZ&, AN BRI A L i R AL PR T 7 A 3%
2%, FRHLZ AN HE S, B D ARBUK YO B AN
ZIWt, /7 — BB a3 R R AN 2R S
REAEAE R — MR, e A, (T i3t By
A7 I 221 (¥ IR AR TG PR HE
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I
|
OEIG
( )|
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Bl6  Nie 542 K4 T DSN-TS M5 & 7 B RS
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Fig.6 The structure of the proposed DSN-TS-based
33]

speech separation system by Nie et al.l
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DSN 1, 5€ X4 DSN-Pitch, W& 7 fi7s. £ DSN-
Pitch 1, S8 SR HCHTE & 20 B S 3T, AH E A2k,
DSN-Pitch [F] B w7 15 & 70 25 162 BE RN I Y
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Fig.7 The structure of the proposed DSN-based speech

separation system by Zhang et al.3¥

3) IRJENEAAPZE M4 (Deep recurrent neural
network, DRNN). T & /=2 HUH, &5 B
W 32 PR RIS S RO, T R 1 e 4% 4 FH R 3 1)
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Fig.8 The structure of the proposed DRNN-based

speech separation system by Huang et al.[?9
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X} T DNN, DRNN 75 & 75 85 1 1 fe 42 T LL A
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4) KE 22 M 4% (Long short-term memory,
LSTM). fE°4 RNN I THZ A, 76 M 2% 45 L,
LSTM $n 7id iz oo, AT Bs T I,
XKLL LA LSTM AHLL T RNN 7RI 7 22 45
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5) B L M4 (Convolutional neural net-
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R o 4 25 R 122 66

6) VAR HFE > fi# (Deep nonnegative ma-
trix factorization, Deep NMF). &4 NMF figdlifl:
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AN L MR AR S D R0 5 R A
ATIZ A RIS, ek A P v ) AR Ze bl oG &R
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